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Abgract: An adgptive mise cancdlation method is presented to extract dedred dgnd from array crosstdk dgnds, and is
used to microphone array gpeech enhancement. Brploying a two- stage filtering sysem ,the method ot only has a character of smdll
amount of coputations and high gahility , but d has no grict limitations to the geometric gructure of the microphone array and even
to the noise types. Experiment results show that the method is quite dfective in gpeech enhancement asit can cancd a large amount of
moi se with little di gortion to gpeech sgnd's,and thet the method is suitable to many kinds of noisy environments and easy for read-time

implementation.
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